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JJ-90.28

Network-to—Network Interface (NNI) specification for emergency calls

I .<Overview>

1.1. Scope

This standard specifies the signalling requirements at the interface between an IMS
operator network providing emergency calls and an IMS operator network serving

PSAP and receiving emergency calls.

1.2. Purpose
This Standard is aimed to improve the interconnectivity by clarifying the signaling

requirements at the interface for emergency calls within Japan.

1.3. Contents

The main body of this standard specifies as below within the scope described in
Subclause 1.1.

1) The specifications for the specific interface for emergency calls against to
[JJ-90.30]. (Clause 3)

2) Examples of callflow and message coding for emergency calls as informative

(Appendix i)

2. Terminologies and abbreviations

The terminologies and abbreviations used in this standard conforms to [JJ-90.30].

Il .<Reference Information>
1. Relation to International Recommendations

There are no International Recommendations relating to this standard.
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Committee), 2020 &£ 5 A
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2. Change history

Version Date Outline
1.0 May 23, 2019 | Published
2.0 May 21, 2020 | Updated the reference.
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