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1. Introduction

The private network interface sub working group of the Private Network Working Group
has implemented the standardization of the IP protocols, based on private networks (IP
networks) between IP-PBXs (Private Branch eXchanges) and the Qsig (Signaling
information flows at the Qreference point). Considering latest direction of the
market and the international standards, it is necessary to consider the VoIP (Moice over
Internet Protocol) technology based on the SIP (Session Initiation Protocol) protocol. It
is focused on the current technological direction of the new technical field above and the

handling condition of telecommunication carriers against them and created standards.

2. Change history

Version Date Outline

1 Feb.25.2009 Published

11 Dec.10.2009 Revision.

1.2 June 9, 2016 Revision (Correction of Figure 2.4.1.1)
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3. Others
(1) Referred recommendation and standards
JS-13873 : Private

Integrated  Services Network

(call diversion supplementary services)

- Specifications for inter-PBX signaling protocol-
JS-11572 : Private Integrated Services Network
(circuit-mode bearer services)
- Layer 3 Specifications for inter-PBX signaling protocol -
JS-11582 : Private Integrated Services Network
(Generic Functional Protocol for the support of Supplementary Services)-
Specifications for Inter-PBX signaling protocol -
JS-22535 :  Information technology —Telecommunications and information
exchange between systems
— Corporate Telecommunication Networks —Tunneling of QSIG over SIP
TTC Standard : JJ-22.00
The Guideline for the Architecture of the Technical Specifications for
Private SIPin TTC
TTC Standard : JJ-22.01
Technical Specifications on Inter-connection Interface between Private SIP
Networks
TTC Standard : JJ-22.02
Inter-work Specifications between Private SIP Network and private ISDN

Network

4. Working Group that developed this standard
Version 1 : Private Network Working Group
Version 1.1: Private Network Working Group
Version 1.2: Enterprise Network Working Group
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