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A Method for Speech Quality Assessment of IP Telephony

I .<Overview>
The purpose of this standard
* taking account of the standardization trends of ITU-T and other organizations, to
define a method of assessment with the overall quality index, the R value,
specified in the ITU Recommendation G.107 as the overall quality index for IP
telephony services and a method of assessment of parameters to complement
the R valuex.
TTC Study Policies
«In principle, make sure that the standard conforms to related international/regional
standards (ITU-T, ETSI, and TIA standards).
+ Use the overall quality index, the R value, for IP telephony services.
+ Specify evaluation conditions and method of assessment for the calculation of the
R value.
+ In defining conditions and method of assessment, ensure the ease of assessment
and fairness (strictness).

* The R value is the index calculated based on the E-Model, which has been
developed as a network planning tool. Because of the facts that there are
quality factors that cannot be assessed with the R value and that the
verification of the correspondence between the R value and subjective
qualities has not been completed, parameters to complement the evaluation

based on the R value are necessary, so is a method of their assessment.
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